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1
METHOD FOR SENDING AND RECEIVING
SIGNAL, AND CORRESPONDING DEVICE
AND SYSTEM

This application is a continuation of International Appli-
cation No. PCT/CN2013/084032, filed Sep. 23, 2013, which
is hereby incorporated by reference in its entirety.

TECHNICAL FIELD

This application relates to the communications field, and
in particular, to a method for sending and receiving a signal,
and a corresponding device and system.

BACKGROUND

In the communications field, as a baud rate of a system
increases, bandwidth occupied by a single carrier is increas-
ingly large. Therefore, when bandwidth of hardware of a
transmitter and a receiver is insufficient, a signal loss is
caused when a signal passes through the transmitter or the
receiver, thereby affecting overall performance of the sys-
tem. For a wavelength division multiplexing system, a signal
is generally carried on multiple single carriers with fixed
spacing. When bandwidth of a single carrier increases,
crosstalk between channels is intensified, and system per-
formance deteriorates.

SUMMARY

This application provides a method for sending and
receiving a signal, and a corresponding device and system,
which can transmit a high baud rate signal in narrow
bandwidth and effectively reduce signal loss.

A first aspect of this application provides a method for
sending a signal. The method includes performing constel-
lation mapping on a data stream to obtain a mapped signal,
and performing pre-filtering on the mapped signal to convert
the mapped signal into a filtered signal. The pre-filtering is
finite impulse response filtering, bandwidth of the filtered
signal is less than bandwidth of the mapped signal, and the
filtered signal is a baud rate signal. The method also includes
performing waveform forming according to the filtered
signal to obtain a shaped signal; and performing digital-to-
analog conversion on the shaped signal to obtain an analog
signal, and sending the analog signal.

With reference to the first aspect, in a first possible
implementation manner of the first aspect of this application,
a formula for implementing the pre-filtering is D(k)=
WoCK)+W,Ck-1)+...+W,, C(k-N+1), where k is a time
sequence member, D(k) is the filtered signal, C(k) is the
mapped signal, O=i=N-1, N-1 is a maximum delay amount
based on a time unit, W, is an i** filter coefficient, and C(k—i)
is a signal obtained by delaying C(k) by i time units.

A second aspect of this application provides a method for
receiving a signal. The method includes performing analog-
to-digital conversion on an analog signal to obtain a digital
signal, performing equalization and phase retrieval on the
digital signal to obtain an equalized and retrieved signal, and
performing post-filtering on the equalized and retrieved
signal to convert the equalized and retrieved signal into a
filtered signal. The post-filtering is finite impulse response
filtering, and bandwidth of the equalized and retrieved signal
is greater than bandwidth of the filtered signal. The method
also includes performing sequence detection on the filtered
signal to obtain a sequence signal.
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With reference to the second aspect, in a first possible
implementation manner of the second aspect of this
application, a formula for implementing the post-filtering is

FK)=, B(Q)+#, Bk=1)+ . . . +i-i§:; E(k-M+1), where k is
a time sequence number, F(k) is the filtered signal, E(k) is
the equalized and retrieved signal, O<j<M-1, M-1 is a

maximum delay amount based on a time unit, #; is a j*
filter coefficient, and E(k—j) is a signal obtained by delaying
E(k) by j time units.

A third aspect of this application provides a transmitter.
The transmitter includes a mapping module, a pre-filtering
module, a shaping module, and a digital-to-analog conver-
sion module. The mapping module is configured to perform
constellation mapping on a data stream to obtain a mapped
signal, where the mapping module sends the mapped signal
to the pre-filtering module. The pre-filtering module is
configured to receive the mapped signal, and perform pre-
filtering on the mapped signal to convert the mapped signal
into a filtered signal, where the pre-filtering is finite impulse
response filtering, bandwidth of the filtered signal is less
than bandwidth of the mapped signal, and the filtered signal
is a baud rate signal, where the pre-filtering module sends
the filtered signal to the shaping module. The shaping
module is configured to receive the filtered signal, and
perform waveform forming on the filtered signal to obtain a
shaped signal, where the shaping module sends the shaped
signal to the digital-to-analog conversion module. The digi-
tal-to-analog conversion module is configured to receive the
shaped signal, perform digital-to-analog conversion on the
shaped signal to obtain an analog signal, and send the analog
signal.

With reference to the third aspect, in a first possible
implementation manner of the third aspect of this applica-
tion, a formula for implementing the pre-filtering is
D&k)=W,C(k)+W,Ck-1)+ ... +W, ,C(k-N+1), where k is
a time sequence number D(k) is the filtered signal, C(k) is
the mapped signal, O<i=sN-1, N-1 is a maximum delay
amount based on a time unit, W, is an i filter coefficient, and
C(k—-1) is a signal obtained by delaying C(k) by i time units.

A fourth aspect of this application provides a receiver. The
receiver includes an analog-to-digital conversion module, an
equalization and retrieval module, a post-filtering module,
and a sequence detection module. The analog-to-digital
conversion module is configured to perform analog-to-
digital conversion on an analog signal to obtain a digital
signal, where the analog-to-digital conversion module sends
the digital signal to the equalization and retrieval module.
The equalization and retrieval module is configured to
receive the digital signal, and perform equalization and
phase retrieval on the digital signal to obtain an equalized
and retrieved signal, where the equalization and retrieval
module sends the equalized and retrieved signal to the
filtering module. The post-filtering module is configured to
receive the equalized and retrieved signal, and perform
post-filtering on the equalized and retrieved signal to convert
the equalized and retrieved signal into a filtered signal,
where the post-filtering is finite impulse response filtering,
and bandwidth of the equalized and retrieved signal is
greater than bandwidth of the filtered signal, where the
post-filtering module sends the filtered signal to the
sequence detection module. The sequence detection module
is configured to receive the filtered signal, and perform
sequence detection on the filtered signal to obtain a sequence
signal.
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With reference to the fourth aspect, in a first possible
implementation manner of the fourth aspect of this applica-
tion, a formula for implementing the post-filtering is

FK)=, B+, Bk=1)+ . . . +i-i§:; E(k-M+1), where k is
a time sequence number, F(k) is the filtered signal, E(k) is
the equalized and retrieved signal, O<j=<M-1, M-1 is a

maximum delay amount based on a time unit, #; is a j”
filter coefficient, and E(k—j) is a signal obtained by delaying
E(k) by j time units.

A fifth aspect of this application provides a transmitter,
including a processor and an analog-to-digital converter.
The processor is configured to perform constellation map-
ping on a data stream to obtain a mapped signal, and to
perform pre-filtering on the mapped signal to convert the
mapped signal into a filtered signal. The pre-filtering is finite
impulse response filtering, bandwidth of the filtered signal is
less than bandwidth of the mapped signal, and the filtered
signal is a baud rate signal. The processor is also configured
to perform waveform forming according to the filtered
signal to obtain a shaped signal. The analog-to-digital con-
verter is configured to perform digital-to-analog conversion
on the shaped signal to obtain an analog signal, and send the
analog signal.

With reference to the fifth aspect, in a first possible
implementation manner of the fifth aspect of this applica-
tion, a formula for implementing the pre-filtering by the
processor is D(k)=W,C(k)+W ,C(k-1)+ . . . +W,_ C(k-N+
1), where k is a time sequence number, D(k) is the filtered
signal, C(k) is the mapped signal, O<i=sN-1, N-1 is a
maximum delay amount based on a time unit, W, is an i”
filter coefficient, and C(k-i) is a signal obtained by delaying
C(k) by i time units.

A sixth aspect of this application provides a receiver,
where the receiver includes an analog-to-digital converter
and a processor. The analog-to-digital converter is config-
ured to perform analog-to-digital conversion on an analog
signal to obtain a digital signal. The processor is configured
to: perform equalization and phase retrieval on the digital
signal to obtain an equalized and retrieved signal, The
processor is also configured to perform post-filtering on the
equalized and retrieved signal to convert the equalized and
retrieved signal into a filtered signal, where the post-filtering
is finite impulse response filtering, and bandwidth of the
equalized and retrieved signal is greater than bandwidth of
the filtered signal. The processor is also configured to
perform sequence detection on the filtered signal to obtain a
sequence signal.

With reference to the sixth aspect, in a first possible
implementation manner of the sixth aspect of this applica-
tion, a formula for implementing the post-filtering by the

processor is F(k)=#, E()+# E(k=D+ . . . +¥,,, B(k-M+
1), where k is a time sequence number, F(k) is the filtered
signal, E(k) is the equalized and retrieved signal, O<j=M-1,

M-1 is a maximum delay amount based on a time unit, #; is
a j* filter coefficient, and E(k—j) is a signal obtained by
delaying E(k) by j time units.

A seventh aspect of this application provides a signal
transmission method. The method includes performing, by a
transmitter, constellation mapping on a data stream to obtain
a mapped signal; performing, by the transmitter, pre-filtering
on the mapped signal to convert the mapped signal into a
first filtered signal, where the pre-filtering is finite impulse
response filtering, bandwidth of'the first filtered signal is less
than bandwidth of the mapped signal, the first filtered signal
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is a baud rate signal, and a formula for implementing the
pre-filtering is D(k)=W,C(k)+W,C(k-1)+ . . . +W,.,C(k-
N+1), where k is a time sequence number, D(k) is the first
filtered signal, C(k) is the mapped signal, O=<i=N-1, N-1 is
a maximum delay amount based on a time unit, W, is an i**
filter coefficient, and C(k-i) is a signal obtained by delaying
C(k) by 1 time units. The method also includes performing,
by the transmitter, waveform forming according to the first
filtered signal to obtain a shaped signal; performing, by the
transmitter, digital-to-analog conversion on the shaped sig-
nal to obtain an analog signal, and sending the analog signal;
performing, by a receiver, analog-to-digital conversion on
the analog signal to obtain a digital signal. The method also
includes performing, by the receiver, equalization and phase
retrieval on the digital signal to obtain an equalized and
retrieved signal. The method also includes performing, by
the receiver, post-filtering on the equalized and retrieved
signal to convert the equalized and retrieved signal into a
second filtered signal, where the post-filtering is finite
impulse response filtering, bandwidth of the equalized and
retrieved signal is greater than bandwidth of the second
filtered signal, and a formula for implementing the post

filtering is F(k)=#, E(k)+#, E(k=1)+ . . . +¥,, | B(k-M+1),
where k is a time sequence number, F(k) is the second
filtered signal, E(k) is the equalized and retrieved signal,
0<j=M-1, M-1 is the maximum delay amount based on a

time unit, #; is a j* filter coefficient, and E(k-j) is a signal
obtained by delaying E(k) by j time units; and performing,
by the receiver, sequence detection on the second filtered
signal to obtain a sequence signal; where the maximum
delay amount M-1 based on a time unit in the formula for
implementing the pre-filtering is equal to the maximum
delay amount N-1 based on a time unit in the formula for
implementing the post-filtering.

An eighth aspect of this application provides a signal
transmission system, including a transmitter and a receiver.
The transmitter includes a mapping module, a pre-filtering
module, a shaping module, and a digital-to-analog conver-
sion module. The mapping module is configured to perform
constellation mapping on a data stream to obtain a mapped
signal, where the mapping module sends the mapped signal
to the pre-filtering module. The pre-filtering module is
configured to receive the mapped signal, and perform pre-
filtering on the mapped signal to convert the mapped signal
into a first filtered signal, where the pre-filtering is finite
impulse response filtering, bandwidth of the first filtered
signal is less than bandwidth of the mapped signal, the first
filtered signal is a baud rate signal, and a formula for
implementing  the pre-filtering is D(k)=W,C(k)+
W, Ck-D+ . . . +W,;C(k-N+1), where k is a time
sequence member D(k) is the first filtered signal, C(k) is the
mapped signal, O=i=N-1, N-1 is a maximum delay amount
based on a time unit, W, is an i?* filter coefficient, and C(k-i)
is a signal obtained by delaying C(k) by i time units. The
pre-filtering module sends the first filtered signal to the
shaping module. The shaping module is configured to
receive the first filtered signal, and perform waveform
forming on the first filtered signal to obtain a shaped signal,
where the shaping module sends the shaped signal to the
digital-to-analog conversion module. The digital-to-analog
conversion module is configured to receive the shaped
signal, perform digital-to-analog conversion on the shaped
signal to obtain an analog signal, and send the analog signal;
the receiver includes an analog-to-digital conversion mod-
ule, an equalization and retrieval module, a post-filtering
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module, and a sequence detection module. The analog-to-
digital conversion module is configured to perform analog-
to-digital conversion on the analog signal to obtain a digital
signal, where the analog-to-digital conversion module sends
the digital signal to the equalization and retrieval module.
The equalization and retrieval module is configured to
receive the digital signal, and perform equalization and
phase retrieval on the digital signal to obtain an equalized
and retrieved signal, where the equalization and retrieval
module sends the equalized and retrieved signal to the
filtering module. The post-filtering module is configured to
receive the equalized and retrieved signal, and perform
post-filtering on the equalized and retrieved signal to convert
the equalized and retrieved signal into a second filtered
signal, where the post-filtering is finite impulse response
filtering, bandwidth of the equalized and retrieved signal is
greater than bandwidth of the second filtered signal, and a

formula for implementing the post filtering is F(k):ff'}; Ek)+

W Ek-1)+ . ..+, B(k-M+1), where k is a time
sequence number. F(k) is the second filtered signal, E(k) is
the equalized and retrieved signal, O<j=<M-1, M-1 is a

maximum delay amount based on a time unit, #; is a j”
filter coefficient, and E(k—j) is a signal obtained by delaying
E(k) by j time units. The post-filtering module sends the
second filtered signal to the sequence detection module. The
sequence detection module is configured to receive the
second filtered signal, and perform sequence detection on
the second filtered signal to obtain a sequence signal. The
maximum delay amount M-1 based on a time unit in the
formula for implementing the pre-filtering is equal to the
maximum delay amount N-1 based on a time unit in the
formula for implementing the post-filtering.

A ninth aspect of this application provides a signal
transmission system, including a transmitter and a receiver.
The transmitter includes a first processor and an analog-to-
digital converter; the first processor is configured to perform
constellation mapping on a data stream to obtain a mapped
signal. The processor is also configured to perform pre-
filtering on the mapped signal to convert the mapped signal
into a first filtered signal, where the pre-filtering is finite
impulse response filtering, bandwidth of the first filtered
signal is less than bandwidth of the mapped signal, and the
first filtered signal is a baud rate signal. The processor is also
configured to perform waveform forming according to the
first filtered signal to obtain a shaped signal; where a formula
for implementing the pre-filtering by the first processor is
D(k)=W,C(k)+W,Ck-1)+. .. +W,, ,C(k-N+1), where k is
a time sequence number, D(k) is the first filtered signal, C(k)
is the mapped signal, O=i<N-1, N-1 is a maximum delay
amount based on a time unit, W, is an i filter coefficient, and
C(k-1) is a signal obtained by delaying C(k) by i time units.
The analog-to-digital converter is configured to perform
digital-to-analog conversion on the shaped signal to obtain
an analog signal, and send the analog signal; the receiver
includes an analog-to-digital converter and a second pro-
cessor. The analog-to-digital converter is configured to per-
form analog-to-digital conversion on the analog signal to
obtain a digital signal. The second processor is configured
to: perform equalization and phase retrieval on the digital
signal to obtain an equalized and retrieved signal; perform
post-filtering on the equalized and retrieved signal to convert
the equalized and retrieved signal into a second filtered
signal, where the post-filtering is finite impulse response
filtering, and bandwidth of the equalized and retrieved signal
is greater than bandwidth of the second filtered signal; and

10

15

20

25

30

35

40

45

50

55

60

65

6

perform sequence detection on the second filtered signal to
obtain a sequence signal; where a formula for implementing

the post-filtering by the second processor is F(k):f'f';; Ek)+

W B(k-1)+ . . . +W,,  E(k-M+1), where k is a time
sequence number, F(k) is the second filtered signal, E(k) is
the equalized and retrieved signal, O<j<M-1, M-1 is a

maximum delay amount based on a time unit, #; is a j*
filter coefficient, and E(k—j) is a signal obtained by delaying
E(k) by j time units; where the maximum delay amount M-1
based on a time unit in the formula for implementing the
pre-filtering is equal to the maximum delay amount N-1
based on a time unit in the formula for implementing the
post-filtering.

In the foregoing solutions, a manner of pre-filtering is
used on a transmitter to convert a broadband signal into a
narrowband signal, so that a signal loss can be reduced when
the narrowband signal passes through a digital-to-analog
converter whose bandwidth is also narrow. A manner of
post-filtering is used on a receiver to filter noise, controllable
intersymbol interference (ISI) corresponding to the trans-
mitter is introduced, and then sequence detection is per-
formed. White noise, superposed on a channel, of a trans-
mitted signal is amplified by using channel equalization, and
is suppressed after post-filtering. In addition, the broadband
signal is converted into the narrowband signal in a filtering
manner, which introduces controllable intersymbol interfer-
ence; intersymbol interference can be canceled by using
sequence detection in the receiver, thereby improving sys-
tem performance.

BRIEF DESCRIPTION OF THE DRAWINGS

For a more complete understanding of the present inven-
tion, and the advantages thereof, reference is now made to
the following descriptions taken in conjunction with the
accompanying drawings, in which:

FIG. 1 is a schematic structural diagram of an implemen-
tation manner of a transmitter according to this application;

FIG. 2 is a schematic diagram of module partition of an
implementation manner of a processor of a transmitter
according to this application;

FIG. 3 is a schematic diagram of module partition of
another implementation manner of a processor of a trans-
mitter according to this application;

FIG. 4 is a schematic structural diagram of another
implementation manner of a transmitter according to this
application;

FIG. 5 is a schematic structural diagram of a pre-filter of
a transmitter according to this application;

FIG. 6 is a schematic structural diagram of an implemen-
tation manner of a receiver according to this application;

FIG. 7 is a schematic diagram of module partition of an
implementation manner of a processor of a receiver accord-
ing to this application;

FIG. 8 is a schematic diagram of module partition of
another implementation manner of a processor of a receiver
according to this application;

FIG. 9 is a schematic structural diagram of another
implementation manner of a receiver according to this
application;

FIG. 10 is a schematic structural diagram of a post-filter
of a receiver according to this application;

FIG. 11 is a flowchart of an implementation manner of a
method for sending a signal according to this application;
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FIG. 12 is a flowchart of an implementation manner of a
method for receiving a signal according to this application;

FIG. 13 is a schematic structural diagram of another
implementation manner of a transmitter according to this
application;

FIG. 14 is a schematic structural diagram of another
implementation manner of a receiver according to this
application.

DETAILED DESCRIPTION OF ILLUSTRATIVE
EMBODIMENTS

In the following description, to illustrate rather than limit,
specific details such as a particular system structure, an
interface, and a technology are provided to make a thorough
understanding of this application. However, a person skilled
in the art should know that this application may be practiced
in other implementation manners without these specific
details. In other cases, detailed descriptions of well-known
apparatuses, circuits, and methods are omitted, so that this
application is described without being obscured by unnec-
essary details.

FIG. 1 is a schematic structural diagram of an implemen-
tation manner of a transmitter according to this application,
and FIG. 2 is a schematic diagram of module partition of an
implementation manner of a processor of a transmitter
according to this application. That is, FIG. 2 further elabo-
rates a processor 110 in FIG. 1. A polarization multiplexing
coherence system is used in this implementation manner;
therefore, the transmitter includes the processor 110, a
digital-to-analog converter 120, a modulator 130, a polar-
ization coupler 140, and a multiplexer 150 that are sequen-
tially connected. The processor 110 includes a constellation
mapping module 111, a pre-filtering module 113, a wave-
form forming module 115, and the like.

A data stream is sent to the processor 110 for processing,
where the data stream is split into two data streams, which
are respectively input to a first constellation mapping mod-
ule 111 and a second constellation mapping module 111. For
example, a data stream “01 01 00 10 10 10 1010 . . . " is
split into two data streams in a manner of interleaving by
using two bits as a group, where a first data stream is “01 00
10 10 . . . ” and a second data stream is “01 10 10
10 . . . 7. Definitely, there are also many manners of
allocating a data stream, which are not enumerated herein.

It may be set that “00” is mapped to a constellation point
14, “01” is mapped to a constellation point —1+j, “10” is
mapped to a constellation point —1—j, and “11” is mapped to
a constellation point 1-j. Then, the first data stream is “01
0010 10. .., which are respectively mapped to “-1+j, 1+j,
-1-j, =1-j . . . ”. A real part and an imaginary part of each
constellation point are separated as two outputs, and it may
be obtained that a first mapped signal IX of an output real
partis “=1,1,-1, -1 ...”, and a second mapped signal QX
of an output imaginary part is “1, 1, -1, -1 . . . ”. Likewise,
after constellation mapping is performed on the second data
stream, a third mapped signal 1Y of a real part and a fourth
mapped signal QY of an imaginary part can be obtained.
Therefore, four mapped signals can be obtained from the
two data streams. There are many constellation mapping
manners. That two bits are used as a group in the foregoing
is merely used as an example for description. Alternatively,
in another implementation manner, three bits or four bits
may be used as a group for constellation mapping, which is
not enumerated herein.

After constellation mapping, each mapped signal is sent
to a pre-filtering module 113 for pre-filtering, to respectively
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convert the four mapped signals into four filtered signals.
That is, a first mapped signal is sent to a first pre-filtering
module 113, a second mapped signal is sent to a second
pre-filtering module 113, a third mapped signal is sent to a
third pre-filtering module 113, and a fourth mapped signal is
sent to a fourth pre-filtering module 113. The pre-filtering is
finite impulse response filtering, bandwidth of the filtered
signal is less than bandwidth of the mapped signal, and the
filtered signal is a baud rate signal. Therefore, after the
pre-filtering, when compared with the corresponding
mapped signal, the filtered signal has no information loss but
occupies narrower bandwidth.

After the pre-filtering, waveform forming is performed on
the four filtered signals to accordingly obtain four shaped
signals. The first filtered signal and the second filtered signal
are input to a first waveform forming module 115 to respec-
tively obtain a first shaped signal and a second shaped
signal, and the third filtered signal and the fourth filtered
signal are input to a second waveform forming module 115
to respectively obtain a third shaped signal and a fourth
shaped signal. For example, a first filtered signal is “~1, 1,
-1, -1...7; at a time at a time when a valuevalue is “~1”,
a negative rectangular wave is output, or at a time when a
value is “1”, a positive rectangular wave is output. In another
manner, an output rectangular wave may be a Gaussian
wave, a sine wave, or the like. To obtain a better transmitting
effect, compensation for a transmit end may further be
performed during shaping.

The first shaped signal is input to a first digital-to-analog
converter 120 for digital-to-analog analog conversion to
obtain a first analog signal; the second shaped signal is input
to a second digital-to-analog converter 120 for digital-to-
analog conversion to obtain a second analog signal; the third
shaped signal is input to a third digital-to-analog converter
120 for digital-to-analog conversion to obtain a third analog
signal; the fourth shaped signal is input to a fourth digital-
to-analog converter 120 for digital-to-analog conversion to
obtain a fourth analog signal. Because the bandwidth of the
filtered signal is less than bandwidth of data that is allowed
to pass through the digital-to-analog converter 120, a signal
loss does not occur.

Then, the first analog signal and the second analog signal
are transported to a first modulator 130 for modulation to
obtain a first modulated signal, and the third analog signal
and the fourth analog signal are transported to a second
modulator 130 for modulation to obtain a second modulated
signal. Then, the first modulated signal and the second
modulated signal are sent to the polarization coupler 140 to
be coupled into one signal, the signal is sent to the multi-
plexer 150 to be coupled with a signal of another channel,
and a coupled signal is input to a transport optical fiber.

FIG. 3 is a schematic diagram of module partition of
another implementation manner of a processor of a trans-
mitter according to this application. A polarization multi-
plexing coherence system is also used in this implementa-
tion manner. A difference of FIG. 3 from FIG. 2 lies in that
a first data stream, after undergoing constellation mapping,
is output as a first mapped signal in a complex number form
of “~14j, 14j, -1-j, =1-j”. A second data stream, after
undergoing constellation mapping, is also output as a second
mapped signal in a complex number form. Therefore, two
mapped signals can be obtained from the two data streams.
The first mapped signal is sent to a first pre-filtering module
113 for filtering to obtain two filtered signals: a first filtered
signal and a second filtered signal. The second mapped
signal is sent to a second pre-filtering module 113 for
filtering to obtain two filtered signals: a third filtered signal
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and a fourth filtered signal. The four filtered signals are sent
to a same waveform forming module 115 for waveform
forming to respectively obtain corresponding four shaped
signals.

FIG. 4 is a schematic structural diagram of another
implementation manner of a transmitter according to this
application. In a direct detection system of non-polarization
multiplexing coherence, a data stream is directly sent to a
constellation mapping module 111 for constellation mapping
to obtain a mapped signal; the mapped signal is sent to a
pre-filtering module 113 to obtain a filtered signal; the
filtered signal is input to a waveform forming module 115
for waveform forming to obtain a shaped signal; the shaped
signal is input to a digital-to-analog converter 120 for
digital-to-analog conversion to obtain an analog signal; the
analog signal is transported to a modulator 130 for modu-
lation to obtain a modulated signal; the modulated signal is
sent to a multiplexer 150 to be coupled with a signal of
another channel, and a coupled signal is input to a transport
optical fiber.

Referring to FIG. 5, FIG. 5 is a schematic structural
diagram of a pre-filter of a transmitter according to this
application. A formula for implementing the pre-filtering is
DI)=W,Ck)+W ,Ck-1)+ ... +W, C(k-N+1), where k is
a time sequence number, D(k) is the filtered signal, C(k) is
the mapped signal, O=i=sN-1, N-1 is a maximum delay
amount based on a time unit, W, is an i”* filter coefficient, and
C(k-1) is a signal obtained by delaying C(k) by i time units.
W, can be obtained by specifically optimizing a transmission
system.

The transmitter in the foregoing solutions converts a
broadband mapped signal into a narrowband filtered signal
by using a filter, so that the filtered signal can smoothly pass
through a digital-to-analog converter whose bandwidth is
also narrow, thereby reducing signal damages caused due to
insufficient bandwidth of a device.

FIG. 6 is a schematic structural diagram of an implemen-
tation manner of a receiver according to this application, and
FIG. 7 is a schematic diagram of module partition of an
implementation manner of a processor of a receiver accord-
ing to this application. That is, FIG. 7 further elaborates a
processor 260 in FIG. 6. A polarization multiplexing coher-
ence system is used in this implementation manner. There-
fore, the receiver includes a demultiplexer 210, a polariza-
tion splitter 220, a frequency mixer 230, an opto-electronic
detector 240, an analog-to-digital converter 250, and the
processor 260. The processor 260 includes a dispersion
compensation module 261, a polarization compensation
module 262, a phase retrieval module 263, a post-filtering
module 264, a sequence detection module 265, and a for-
ward error correction module 266.

The demultiplexer 210 decouples a received optical signal
to obtain a first optical signal, and the first optical signal is
split into a first modulated signal and a second modulated
signal by the polarization splitter 220. The first modulated
signal is input to a first frequency mixer 230. The first
frequency mixer 230, a first opto-electronic detector 240,
and a second opto-electronic detector 240 restore the high-
frequency first modulated signal to a first analog signal and
a second analog signal that are of low-frequency baseband.
The second modulated signal is input to a second frequency
mixer 230. The second frequency mixer 230, a third opto-
electronic detector 240, and a fourth opto-electronic detector
240 restore the high-frequency second modulated signal to
a third analog signal and a fourth analog signal that are of
low-frequency baseband.
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The first analog signal is sent to a first analog-to-digital
converter 250 for analog-to-digital conversion to obtain a
first digital signal; the second analog signal is sent to a
second analog-to-digital converter 250 for analog-to-digital
conversion to obtain a second digital signal; the third analog
signal is sent to a third analog-to-digital converter 250 for
analog-to-digital conversion to obtain a third digital signal;
the fourth analog signal is sent to a fourth analog-to-digital
converter 250 for analog-to-digital conversion to obtain a
fourth digital signal.

After the four digital signals are obtained, equalization
and phase retrieval are performed on the digital signal to
obtain an equalized and retrieved signal. Specifically, the
first digital signal and the second digital signal are input to
a first dispersion compensation module 261 for dispersion
compensation to obtain a first dispersion compensation
signal, and the third digital signal and the fourth digital
signal are input to a second dispersion compensation module
261 for dispersion compensation to obtain a second disper-
sion compensation signal. The first dispersion compensation
signal and the second dispersion compensation signal are
both input to the same polarization compensation module
262 for polarization compensation to obtain a first polariza-
tion compensation signal and a second polarization com-
pensation signal. The first polarization compensation signal
is sent to a first phase retrieval module 263 to obtain a first
equalized and retrieved signal and a second equalized and
retrieved signal, and the second polarization compensation
signal is sent to a second phase retrieval module 263 to
obtain a third equalized and retrieved signal and a fourth
equalized and retrieved signal.

The first equalized and retrieved signal is sent to a first
post-filtering module 264 for post-filtering to obtain a first
filtered signal; the second equalized and retrieved signal is
sent to a second post-filtering module 264 for post-filtering
to obtain a second filtered signal; the third equalized and
retrieved signal is sent to a third post-filtering module 264
for post-filtering to obtain a third filtered signal; the fourth
equalized and retrieved signal is sent to a fourth post-
filtering module 264 for post-filtering to obtain a fourth
filtered signal.

The first filtered signal is sent to a first sequence detection
module 265 for sequence detection to obtain a first sequence
signal; the second filtered signal is sent to a second sequence
detection module 265 for sequence detection to obtain a
second sequence signal; the third filtered signal is sent to a
third sequence detection module 265 for sequence detection
to obtain a third sequence signal; the fourth filtered signal is
sent to a fourth sequence detection module 265 for sequence
detection to obtain a fourth sequence signal.

The obtained four sequence signals are all sent to the
forward error correction module 266 for forward error
correction to obtain a final signal.

FIG. 8 is a schematic diagram of module partition of
another implementation manner of a processor of a receiver
according to this application. A polarization multiplexing
coherence system is also used in this implementation man-
ner. A difference of FIG. 8 from FIG. 7 lies in that a first
equalized and retrieved signal and a second equalized and
retrieved signal are sent to a first post-filtering module 264
for post-filtering to respectively obtain a first filtered signal
and a second filtered signal; a third equalized and retrieved
signal and a fourth equalized and retrieved signal are sent to
a second post-filtering module 264 for post-filtering to
respectively obtain a third filtered signal and a fourth filtered
signal.
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The first filtered signal and the second filtered signal are
sent to a first sequence detection module 265 for sequence
detection to respectively obtain a first sequence signal and a
second sequence signal. The third filtered signal and the
fourth filtered signal are sent to a second sequence detection
module 265 for sequence detection to respectively obtain a
third sequence signal and a fourth sequence signal.

FIG. 9 is a schematic structural diagram of another
implementation manner of a receiver according to this
application. In a direct detection system of non-polarization
multiplexing coherence, a demultiplexer 210 decouples a
received optical signal to obtain an optical signal, and the
optical signal is converted into an analog signal by using an
opto-electronic detector 240. The analog signal is sent to an
analog-to-digital converter 250 for analog-to-digital conver-
sion to obtain a digital signal. After four digital signals are
obtained, equalization and phase retrieval are performed on
the digital signal to obtain an equalized and retrieved signal.
Specifically, the digital signal is input to a dispersion com-
pensation module 261 for dispersion compensation to obtain
a dispersion compensation signal. The dispersion compen-
sation signal is input to a polarization compensation module
262 for polarization compensation to obtain a polarization
compensation signal. The polarization compensation signal
is sent to a phase retrieval module 263 to obtain an equalized
and retrieved signal.

The equalized and retrieved signal is sent to a post-
filtering module 264 for post-filtering to obtain a filtered
signal. The filtered signal is sent to a sequence detection
module 265 for sequence detection to obtain a sequence
signal. The obtained sequence signal is sent to a forward
error correction module 266 for forward error correction to
obtain a final signal.

FIG. 10 is a schematic structural diagram of a post-filter
of a receiver according to this application. When a processor
260 performs post-filtering on an equalized and retrieved
signal to convert the equalized and retrieved signal into a
filtered signal, a formula for implementing the post-filtering

is F(O)=, B+, B(k=1)+ . . . +}7,, , E(k-M+1), where k
is a time sequence number, F(k) is the narrowband signal,
E(k) is the equalized and retrieved signal, O<j<M-1, M-1 is

a maximum delay amount based on a time unit, #; is a j*
filter coefficient, and E(k—j) is a signal obtained by delaying

E(k) by j time units. #; is determined by a pre-filter and a
system, where a manner of the determining may be a
training sequence manner or a noise spectrum analysis
manner. After the post-filtering, noise is suppressed.

When the processor 260 performs sequence detection on
the narrowband signal to obtain a sequence signal, an
algorithm used for the sequence detection is a Viterbi
algorithm or a BCJR algorithm. Because in the sequence
detection, a decision is made for all received signals, inter-
symbol interference can be effectively suppressed.

In the foregoing solutions, a post-filtering manner is used
on a receiver to filter noise, controllable intersymbol inter-
ference (ISI) corresponding to a transmitter is introduced,
and then sequence detection is performed. White noise,
superposed on a channel, of a transmitted signal is amplified
by using channel equalization, and is suppressed after post-
filtering. In addition, a broadband signal is converted into a
narrowband signal in a filtering manner, which introduces
controllable intersymbol interference; intersymbol interfer-
ence can be canceled by using sequence detection in the
receiver, thereby improving system performance.
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FIG. 11 is a flowchart of an implementation manner of a
method for sending a signal according to this application.
The method for sending a signal in this implementation
manner includes the following steps.

S101. A transmitter performs constellation mapping on a
data stream to obtain a mapped signal.

The data stream is split into two data streams, on which
constellation mapping is separately performed to obtain
mapped signals. For example, a data stream “01 01 00 10 10
10 10 10 . . . ” is split into two data streams in a manner of
interleaving by using two as a group, where a first data
stream is “01 00 10 10 . . . ” and a second data stream is “01
10 10 10 . . . ”. Definitely, there are many manners of
allocating a data stream, which are not enumerated herein.

It may be preset that “00” is mapped to a constellation
point 1+j, “01” is mapped to a constellation point —-1+j, “10”
is mapped to a constellation point —1—j, and “11” is mapped
to a constellation point 1—j. Then, the first data stream is “01
001010 ..., which are respectively mapped to “-1+j, 1+j,
-1-j, =1—-j . . . ”. A real part and an imaginary part of each
constellation point are separated as two outputs, and it may
be obtained that a first mapped signal of an output real part
is “—=1,1, -1, -1 .. . ”, and a second mapped signal of an
output imaginary part is “1, 1, -1, =1 . . . . Likewise, after
constellation mapping is performed on the second data
stream, a third mapped signal of a real part and a fourth
mapped signal of an imaginary part can be obtained. There-
fore, four mapped signals can be obtained from the two data
streams. There are also many other manners of constellation
mapping. That two bits are used as a group in the foregoing
is merely used as an example for description. Alternatively,
in another implementation manner, three bits or four bits
may be used as a group for constellation mapping, which is
not enumerated herein.

S102. The transmitter performs pre-filtering on the
mapped signal to convert the mapped signal into a filtered
signal.

After constellation mapping, each mapped signal is sent
to a pre-filtering module for pre-filtering to split the four
mapped signals into four filtered signals. That is, a first
mapped signal is sent to a first pre-filtering module, a second
mapped signal is sent to a second pre-filtering module, a
third mapped signal is sent to a third pre-filtering module,
and a fourth mapped signal is sent to a fourth pre-filtering
module. The pre-filtering is finite impulse response filtering,
bandwidth of the filtered signal is less than bandwidth of the
mapped signal, and the filtered signal is a baud rate signal.
Therefore, after the pre-filtering, when compared with the
corresponding mapped signal, the filtered signal has no
information loss but occupies narrower bandwidth. A for-
mula for implementing the pre-filtering is D(k)=W,C(k)+
W, Ck-D+ . . . +W,;C(k-N+1), where k is a time
sequence number, D(k) is the filtered signal, C(k) is the
mapped signal, O=i=N-1, N-1 is a maximum delay amount
based on a time unit, W, is an i?* filter coefficient, and C(k-i)
is a signal obtained by delaying C(k) by i time units. W, can
be obtained according to specific optimization of a trans-
mission system.

S103. The transmitter performs waveform forming
according to the filtered signal to obtain a shaped signal.

After the pre-filtering, waveform forming is performed on
the four filtered signals to accordingly obtain four shaped
signals. The first filtered signal and the second filtered signal
are input to a first waveform forming module to respectively
obtain a first shaped signal and a second shaped signal, and
the third filtered signal and the fourth filtered signal are input
to a second waveform forming module to respectively obtain



US 9,467,311 B2

13

a third shaped signal and a fourth shaped signal. For
example, a filtered signal is “-1, 1, -1, -1 .. . ”; at a time
when a value is “~1”, a negative rectangular wave is output,
or at a time when a value is “1”, a positive rectangular wave
is output. In another manner, an output rectangular wave
may be a Gaussian wave, a sine wave, or the like. In order
to obtain a better transmitting effect, compensation for a
transmit end may further be performed during shaping.

S104. The transmitter performs digital-to-analog conver-
sion on the shaped signal to obtain an analog signal, and
sends the analog signal.

The first shaped signal is input to a first digital-to-analog
converter for digital-to-analog conversion to obtain a first
analog signal; the second shaped signal is input to a second
digital-to-analog converter for digital-to-analog conversion
to obtain a second analog signal; the third shaped signal is
input to a third digital-to-analog converter for digital-to-
analog conversion to obtain a third analog signal; the fourth
shaped signal is input to a fourth digital-to-analog converter
for digital-to-analog conversion to obtain a fourth analog
signal. Because the bandwidth of the filtered signal is less
than bandwidth of data that is allowed to pass through the
digital-to-analog converter, a signal loss does not occur.
Then, the analog signal is transported to a modulator for
modulation to obtain a modulated signal. The modulated
signal is sent to a multiplexer to be coupled with a signal of
another channel, and a coupled signal is input to a transport
optical fiber.

The transmitter in the foregoing solutions converts a
broadband mapped signal into a narrowband filtered signal
by using a filter, so that the filtered signal can smoothly pass
through a digital-to-analog converter whose bandwidth is
also narrow, thereby reducing signal damages caused due to
insufficient bandwidth of a device.

Referring to FIG. 12, FIG. 12 is a flowchart of an
implementation manner of a method for receiving a signal
according to this application. The method for receiving a
signal in this implementation manner includes:

S201. A receiver performs analog-to-digital conversion on
an analog signal to obtain a digital signal.

A demultiplexer decouples a received optical signal to
obtain a first optical signal, and the first optical signal is split
into a first modulated signal and a second modulated signal
by a polarization splitter. The first modulated signal is input
to a first frequency mixer. The first frequency mixer, a first
opto-electronic detector, and a second opto-electronic detec-
tor restore the high-frequency first modulated signal to a first
analog signal and a second analog signal that are of low-
frequency baseband. The second modulated signal is input to
a second frequency mixer. The second frequency mixer, a
third opto-electronic detector, and a fourth opto-electronic
detector restore the high-frequency second modulated signal
to a third analog signal and a fourth analog signal that are of
low-frequency baseband. Then, analog-to-digital conversion
is performed on the analog signal to convert the analog
signal into a digital signal.

S202. The receiver performs equalization and phase
retrieval on the digital signal to obtain an equalized and
retrieved signal.

After four digital signals are obtained, equalization and
phase retrieval are performed on the digital signal to obtain
an equalized and retrieved signal. Specifically, a first digital
signal and a second digital signal are input to a first
dispersion compensation module for dispersion compensa-
tion to obtain a first dispersion compensation signal, and a
third digital signal and a fourth digital signal are input to a
second dispersion compensation module for dispersion com-
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pensation to obtain a second dispersion compensation sig-
nal. The first dispersion compensation signal and the second
dispersion compensation signal are both input to the same
polarization compensation module for polarization compen-
sation to obtain a first polarization compensation signal and
a second polarization compensation signal. The first polar-
ization compensation signal is sent to a first phase retrieval
module to obtain a first equalized and retrieved signal and a
second equalized and retrieved signal, and the second polar-
ization compensation signal is sent to a second phase
retrieval module to obtain a third equalized and retrieved
signal and a fourth equalized and retrieved signal.

S203: The receiver performs post-filtering on the equal-
ized and retrieved signal to convert the equalized and
retrieved signal into a filtered signal.

The first equalized and retrieved signal is sent to a first
post-filtering module 264 for post-filtering to obtain a first
filtered signal; the second equalized and retrieved signal is
sent to a second post-filtering module 264 for post-filtering
to obtain a second filtered signal; the third equalized and
retrieved signal is sent to a third post-filtering module 264
for post-filtering to obtain a third filtered signal; the fourth
equalized and retrieved signal is sent to a fourth post-
filtering module 264 for post-filtering to obtain a fourth
filtered signal.

When post-filtering is being performed on the equalized
and retrieved signal to convert the equalized and retrieved
signal into the filtered signal, a formula for implementing the

post filtering is FGO=¥, BK)+#, Ek=1)+ . . . +1,,  B(k—
M+1), where k is a time sequence number, F(k) is the filtered
signal, E(k) is the equalized and retrieved signal, O<j=M-1,

M-1 is a maximum delay amount based on a time unit, W; is
a j™ filter coefficient, and E(k-j) is a signal obtained by

delaying E(k) by j time units. #; is determined by a pre-
filter and a system, where a manner of the determining may
be a training sequence manner or a noise spectrum analysis
manner. After the post-filtering, noise is suppressed.

S204. The receiver performs sequence detection on the
filtered signal to obtain a sequence signal.

When sequence detection is being performed on the
filtered signal to obtain the sequence signal, an algorithm
used for the sequence detection is a Viterbi algorithm or a
BCJR algorithm. Because in the sequence detection, a
decision is made for all received signals, intersymbol inter-
ference can be effectively suppressed.

In the foregoing solutions, a manner of post-filtering is
used on a receiver to filter noise, controllable intersymbol
interference (ISI) corresponding to a transmitter is intro-
duced, and then sequence detection is performed. White
noise, superposed on a channel, of a transmitted signal is
amplified by using channel equalization, and is suppressed
after post-filtering. In addition, a broadband signal is con-
verted into a narrowband signal in a filtering manner, which
introduces controllable intersymbol interference; intersym-
bol interference can be canceled by using sequence detection
in the receiver, thereby improving system performance.

Referring to FIG. 13, FIG. 13 is a schematic structural
diagram of another implementation manner of a transmitter
according to this application. The transmitter in this imple-
mentation manner includes a mapping module 310, a pre-
filtering module 320, a shaping module 330, and a digital-
to-analog conversion module 340.

The mapping module 310 is configured to perform con-
stellation mapping on a data stream to obtain a mapped
signal. For example, a data stream is split into two data
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streams, on which constellation mapping is separately per-
formed to obtain mapped signals. For example, a data stream
“0101001010101010. ..~ is split into two data streams
in a manner of interleaving by using two as a group, where
a first data stream is “01 00 10 10 . . . ” and a second data
stream is “01 10 10 10 . . . ”. Definitely, there are also many
other manners of allocating a data stream, which are not
enumerated herein.

It may be set that “00” is mapped to a constellation point
14, “01” is mapped to a constellation point —1+j, “10” is
mapped to a constellation point —1—j, and “11” is mapped to
a constellation point 1-j. Then, the first data stream is “01
0010 10. .., which are respectively mapped to “-1+j, 1+j,
-1-j, =1-j . . . ”. A real part and an imaginary part of each
constellation point are separated as two outputs, and it may
be obtained that a first mapped signal of an output real part
is “-1, 1, -1, -1 . . . ”, and a second mapped signal of an
output imaginary part is “1, 1, -1, =1 . . . . Likewise, after
constellation mapping is performed on the second data
stream, a third mapped signal of a real part and a fourth
mapped signal of an imaginary part can be obtained. There-
fore, four mapped signals can be obtained from the two data
streams. There are also many other manners of constellation
mapping. That two bits are used as a group in the foregoing
is merely used as an example for description. Alternatively,
in another implementation manner, three bits or four bits
may be used as a group for constellation mapping, which is
not enumerated herein. The mapping module 310 sends the
mapped signal to the pre-filtering module 320.

The pre-filtering module 320 is configured to receive the
mapped signal and perform pre-filtering on the mapped
signal to convert the mapped signal into a filtered signal. For
example, after constellation mapping, a mapped signal is
sent to a pre-filtering module for pre-filtering to convert the
mapped signal into a filtered signal. The pre-filtering is finite
impulse response filtering, bandwidth of the filtered signal is
less than bandwidth of the mapped signal, and the filtered
signal is a baud rate signal. Therefore, after the pre-filtering,
when compared with the corresponding mapped signal, the
filtered signal has no information loss but occupies narrower
bandwidth. A formula for implementing the pre-filtering is
D(k)=W,C(k)+W,Ck-1)+. .. +W,, ,C(k-N+1), where k is
a time sequence number, D(k) is the filtered signal, C(k) is
the mapped signal, O=i=sN-1, N-1 is a maximum delay
amount based on a time unit, W, is an i filter coefficient, and
C(k-1) is a signal obtained by delaying C(k) by i time units.
W, can be obtained according to specific optimization of a
transmission system. The pre-filtering module 320 sends the
filtered signal to the shaping module 330.

The shaping module 330 is configured to receive the
filtered signal and perform waveform forming according to
the filtered signal to obtain a shaped signal. For example, a
filtered signal is “~1, 1, -1, -1 . .. ”; at a time when a value
is “~17, a negative rectangular wave is output, or at a time
when a value is “1”, a positive rectangular wave is output.
In another manner, an output rectangular wave may be a
Gaussian wave, a sine wave, or the like. In order to obtain
a better transmitting effect, compensation for a transmit end
may further be performed during shaping. The shaping
module 330 sends the shaped signal to the digital-to-analog
conversion module 340.

The digital-to-analog conversion module 340 is config-
ured to receive the shaped signal, perform digital-to-analog
conversion on the shaped signal to obtain an analog signal,
and send the analog signal. For example, a shaped signal is
sent to the digital-to-analog conversion module 340 for
digital-to-analog conversion to obtain an analog signal.
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Because the bandwidth of the filtered signal is less than
bandwidth of data that is allowed to pass through the
digital-to-analog converter, a signal loss does not occur.
Then, the analog signal is transported to a modulator for
modulation to obtain a modulated signal. The modulated
signal is sent to a multiplexer to be coupled with a signal of
another channel, and a coupled signal is input to a transport
optical fiber.

The transmitter in the foregoing solutions converts a
broadband mapped signal into a narrowband filtered signal
by using a filter, so that the filtered signal can smoothly pass
through a digital-to-analog converter whose bandwidth is
also narrow, thereby reducing signal damages caused due to
insufficient bandwidth of a device.

Referring to FIG. 14, FIG. 14 is a schematic structural
diagram of another implementation manner of a receiver
according to this application. The receiver in this implemen-
tation manner includes an analog-to-digital conversion mod-
ule 410, an equalization and retrieval module 420, a post-
filtering module 430, and a sequence detection module 440.

The analog-to-digital conversion module 410 is config-
ured to perform analog-to-digital conversion on an analog
signal to obtain a digital signal. For example, a demulti-
plexer decouples a received optical signal to obtain an
optical signal, and the optical signal is converted into an
analog signal by an opto-electronic detector. Then, analog-
to-digital conversion is performed on the analog signal to
convert the analog signal into a digital signal. The analog-
to-digital conversion module 410 sends the digital signal to
the equalization and retrieval module 420.

The equalization and retrieval module 420 is configured
to receive the digital signal and perform equalization and
retrieval on the digital signal to obtain an equalized and
retrieved signal. For example, after a digital signal is
obtained, equalization and phase retrieval are performed on
the digital signal to obtain an equalized and retrieved signal.
Specifically, the digital signal is input to a dispersion com-
pensation module for dispersion compensation to obtain a
dispersion compensation signal. The dispersion compensa-
tion signal is input to a polarization compensation module
for polarization compensation to obtain a polarization com-
pensation signal. The polarization compensation signal is
sent to a phase retrieval module to obtain an equalized and
retrieved signal. The equalization and retrieval module 420
sends the equalized and retrieved signal to a filtering module
430.

The post-filtering module 430 is configured to receive the
equalized and retrieved signal, and perform post-filtering on
the equalized and retrieved signal to convert the equalized
and retrieved signal to a filtered signal, where the post-
filtering is finite impulse response filtering, and bandwidth
of the equalized and retrieved signal is greater than band-
width of the filtered signal. For example, an equalized and
retrieved signal is sent to a post-filtering module for post-
filtering to obtain a filtered signal. When post-filtering is
being performed on the equalized and retrieved signal to
convert the equalized and retrieved signal into the filtered
signal, a formula for implementing the post-filtering is

E(k)=, B+, B(k=1)+ . . . +}¥,, , E(k=M+1), where k is
a time sequence number, F(k) is the filtered signal, E(k) is
the equalized and retrieved signal, O<j<M-1, M-1 is a

maximum delay amount based on a time unit, W; is a j*
filter coefficient, and E(k—j) is a signal obtained by delaying
E(k) by j time units. W; is determined by a pre-filter and a
system, where a manner of the determining may be a



US 9,467,311 B2

17

training sequence manner or a noise spectrum analysis
manner. After the post-filtering, noise is suppressed. The
post-filtering module 430 sends the filtered signal to the
sequence detection module 440.

The sequence detection module 440 is configured to
receive the filtered signal, and perform sequence detection
on the filtered signal to obtain a sequence signal. For
example, when sequence detection is being performed on
the filtered signal to obtain the sequence signal, an algorithm
used for the sequence detection is a Viterbi algorithm or a
BCJR algorithm. Because in the sequence detection, a
decision is made for all received signals, intersymbol inter-
ference can be effectively suppressed.

In the foregoing solutions, a manner of post-filtering is
used on a receiver to filter noise, controllable intersymbol
interference (ISI) corresponding to a transmitter is intro-
duced, and then sequence detection is performed. White
noise, superposed on a channel, of a transmitted signal is
amplified by using channel equalization, and is suppressed
after post-filtering. In addition, a broadband signal is con-
verted into a narrowband signal in a filtering manner, which
introduces controllable intersymbol interference; intersym-
bol interference can be canceled by using sequence detection
in the receiver, thereby improving system performance.

Based on the foregoing method for sending a signal and
method for receiving a signal, this application further pro-
poses a signal transmission method. After a signal is sent by
using the foregoing method for sending a signal, a signal is
received by using the foregoing method for receiving a
signal. In addition, in order to achieve optimal performance
of a system, it may be set that a maximum delay amount
M-1 based on a time unit in a formula for implementing
pre-filtering is equal to a maximum delay amount N-1 based
on a time unit in a formula for implementing post-filtering.

Based on the foregoing transmitter and receiver, this
application further proposes a signal transmission system,
where data transmission can be performed between the
transmitter and the receiver. In addition, to achieve optimal
performance of the system, it may be set that a maximum
delay amount M-1 based on a time unit in a formula for
implementing pre-filtering is equal to a maximum delay
amount N-1 based on a time unit in a formula for imple-
menting post-filtering.

In the several implementation manners provided in this
application, it should be understood that the disclosed sys-
tem, apparatus, and method may be implemented in other
manners. For example, the described apparatus embodiment
is merely exemplary. For example, the module or unit
division is merely logical function division and may be other
division in actual implementation. For example, a plurality
of units or components may be combined or integrated into
another system, or some features may be ignored or not
performed. In addition, the displayed or discussed mutual
couplings or direct couplings or communication connections
may be implemented by using some interfaces. The indirect
couplings or communication connections between the appa-
ratuses or units may be implemented in electronic, mechani-
cal, or other forms.

The units described as separate parts may or may not be
physically separate, and parts displayed as units may or may
not be physical units, may be located in one position, or may
be distributed on a plurality of network units. Some or all of
the units may be selected according to actual needs to
achieve the objectives of the solutions of the embodiments.
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In addition, functional units in the embodiments of this
application may be integrated into one processing unit, or
each of the units may exist alone physically, or two or more
units may be integrated into one unit. The integrated unit
may be implemented in a form of hardware, or may be
implemented in a form of a software functional unit.

The integrated unit, when implemented in the form of a
software functional unit and sold or used as an independent
product, may be stored in a computer-readable storage
medium. Based on such an understanding, the technical
solutions of this application essentially, or the part contrib-
uting to the prior art, or all or a part of the technical solutions
may be implemented in the form of a software product. The
software product is stored in a storage medium and includes
several instructions for instructing a computer device (which
may be a personal computer, a server, or a network device)
or a processor to perform all or a part of the steps of the
methods described in the implementation manners of this
application. The foregoing storage medium includes: any
medium that can store program code, such as a USB flash
drive, a removable hard disk, a read-only memory (ROM,
Read-Only Memory), a random access memory (RAM,
Random Access Memory), a magnetic disk, or an optical
disc.

While this invention has been described with reference to
illustrative embodiments, this description is not intended to
be construed in a limiting sense. Various modifications and
combinations of the illustrative embodiments, as well as
other embodiments of the invention, will be apparent to
persons skilled in the art upon reference to the description.
It is therefore intended that the appended claims encompass
any such modifications or embodiments.

What is claimed is:

1. A signal transmission method, comprising:

performing constellation mapping on a data stream to

obtain a mapped signal;

performing pre-filtering on the mapped signal to convert

the mapped signal into a first filtered signal, wherein
the pre-filtering is finite impulse response filtering, a
bandwidth of the first filtered signal is less than a
bandwidth of the mapped signal, and the first filtered
signal is a baud rate signal;

performing waveform forming according to the first fil-

tered signal to obtain a shaped signal;

performing digital-to-analog conversion on the shaped

signal to obtain an analog signal; and

sending the analog signal using a transmitter:

wherein a relation for implementing the pre-filtering is

D(k)=W,C(k)+W,C(k-1)+ +W,, ,C(k-N+1),
wherein k is a time sequence number, D(k) is the first
filtered signal, C(k) is the mapped signal, O=i<N-1,
N-1 is a maximum delay amount based on a time unit,
W, is an i” filter coefficient, and C(k—i) is a signal
obtained by delaying C(k) by i time units.

2. The method according to claim 1, further comprising:

performing analog-to-digital conversion on an analog

signal to obtain a digital signal;
performing equalization and phase retrieval on the digital
signal to obtain an equalized and retrieved signal;

performing post-filtering on the equalized and retrieved
signal to convert the equalized and retrieved signal into
a second filtered signal, wherein the post-filtering is
finite impulse response filtering, and a bandwidth of the
equalized and retrieved signal is greater than a band-
width of the second filtered signal; and

performing sequence detection on the second filtered

signal to obtain a sequence signal.
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3. The method according to claim 2, wherein a relation for
implementing  the Fk)=i¥, E(k)+
W Bk-1)+ . . . +W,  E(keM+1), wherein k is a time

sequence number, F(k) is the second filtered signal, E(k) is
the equalized and retrieved signal, O<j=<M-1, M-1 is a

postfiltering  is

maximum delay amount based on a time unit, ¥, is a j* filter
coeflicient, and E(k—j) is a signal obtained by delaying E(k)
by j time units; wherein the maximum delay amount M-1
based on a time unit in the relation for implementing the
pre-filtering is equal to the maximum delay amount N-1
based on a time unit in the relation for implementing the
post-filtering.
4. A method for receiving a signal, comprising:
performing analog-to-digital conversion, by an analog-
digital converter, on an analog signal to obtain a digital
signal;
performing equalization and phase retrieval on the digital
signal to obtain an equalized and retrieved signal;
performing post-filtering on the equalized and retrieved
signal to convert the equalized and retrieved signal into
a filtered signal, wherein the post-filtering is finite
impulse response filtering, and a bandwidth of the
equalized and retrieved signal is greater than a band-
width of the filtered signal; and
performing sequence detection on the filtered signal to
obtain a sequence signal;
wherein a relation for implementing the post-filtering is

FK)=i¥, EQ)+¥, E(k-1)+ . . . +¥, E(k-M+1), wherein
k is a time sequence number, F(k) is the filtered signal,
E(k) is the equalized and retrieved signal, O<j=M-1,
M-1 is a maximum delay amount based on a time unit,

W, is a j” filter coefficient, and E(k-j) is a signal
obtained by delaying E(k) by j time units.
5. A transmitter, comprising a processor and an analog-
to-digital converter, and wherein:
the processor is configured to:
perform constellation mapping on a data stream to
obtain a mapped signal;
perform pre-filtering on the mapped signal to convert
the mapped signal into a filtered signal, wherein the
pre-filtering is finite impulse response filtering, a
bandwidth of the filtered signal is less than a band-
width of the mapped signal, and the filtered signal is
a baud rate signal; and
perform waveform forming according to the filtered
signal to obtain a shaped signal; and
the analog-to-digital converter is configured to perform
digital-to-analog conversion on the shaped signal to
obtain an analog signal, and send the analog signal;
wherein a relation for implementing the pre-filtering by
the processor is D(k)=W,C(k)+W,C(k-D+ . . . +W,,
1C(k-N+1), wherein k is a time sequence number, D(k)
is the filtered signal, C(k) is the mapped signal, O<i=N-
1, N-1 is a maximum delay amount based on a time
unit, W, is an i? filter coefficient, and C(k—i) is a signal
obtained by delaying C(k) by i time units.
6. A receiver, comprising an analog-to-digital converter
and a processor, and wherein:
the analog-to-digital converter is configured to perform
analog-to-digital conversion on an analog signal to
obtain a digital signal;
the processor is configured to:
perform equalization and phase retrieval on the digital
signal to obtain an equalized and retrieved signal;
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perform post-filtering on the equalized and retrieved
signal to convert the equalized and retrieved signal
into a filtered signal, wherein the post-filtering is
finite impulse response filtering, and a bandwidth of
the equalized and retrieved signal is greater than a
bandwidth of the filtered signal; and
perform sequence detection on the filtered signal to
obtain a sequence signal;
wherein a relation for implementing the post-filtering by

the processor is F(k):if‘;; E(k)+f';’; Ek-D+ . . . +

W; E(k-M+1), wherein k is a time sequence number,
F(k) is the filtered signal, E(k) is the equalized and
retrieved signal, O<j=M-1, M-1 is a maximum delay

amount based on a time unit, #, is a j** filter coefficient,
and E(k—-j) is a signal obtained by delaying E(k) by j
time units.

7. A signal transmission system, comprising a transmitter

and a receiver, and wherein:

the transmitter comprises a first processor and an analog-
to-digital converter;
the first processor is configured to:
perform constellation mapping on a data stream to
obtain a mapped signal;

perform pre-filtering on the mapped signal to convert
the mapped signal into a first filtered signal, wherein
the pre-filtering is finite impulse response filtering, a
bandwidth of the first filtered signal is less than a
bandwidth of the mapped signal, and the first filtered
signal is a baud rate signal; and

perform waveform forming according to the first fil-
tered signal to obtain a shaped signal;
a relation for implementing the pre-filtering by the first
processor is D(k)=W,C(k)}+W,Ck-1)+ . . . +W,,,C
(k-N+1), wherein k is a time sequence number, D(k) is
the first filtered signal, C(k) is the mapped signal,
0=i=N-1, N-1 is a maximum delay amount based on a
time unit, W, is an i”* filter coefficient, and C(k-i) is a
signal obtained by delaying C(k) by i time units;
the analog-to-digital converter is configured to perform
digital-to-analog conversion on the shaped signal to
obtain an analog signal, and send the analog signal;
the receiver comprises an analog-to-digital converter and
a second processor;
the analog-to-digital converter is configured to perform
analog-to-digital conversion on an analog signal to
obtain a digital signal; and
the second processor is configured to:
perform equalization and phase retrieval on the digital
signal to obtain an equalized and retrieved signal;

perform post-filtering on the equalized and retrieved
signal to convert the equalized and retrieved signal
into a second filtered signal, wherein the post-filter-
ing is finite impulse response filtering, and a band-
width of the equalized and retrieved signal is greater
than a bandwidth of the second filtered signal; and

perform sequence detection on the second filtered sig-
nal to obtain a sequence signal;

wherein a relation for implementing the post-filtering by

the second processor is F(k):fﬁ E(k)+ﬁi Ek-D+...+
ﬁ: ‘, E(k-M+1), wherein k is a time sequence number,

F(k) is the second filtered signal, E(k) is the equalized
and retrieved signal, O<j=M-1, M-1 is a maximum
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delay amount based on a time unit, #; is a j* filter
coeflicient, and E(k—j) is a signal obtained by delaying
E(k) by j time units; and

the maximum delay amount M-1 based on a time unit in 5
the relation for implementing the pre-filtering is equal
to the maximum delay amount N-1 based on a time
unit in the relation for implementing the post-filtering.

#* #* #* #* #*



